Product Name: Citel C4110 SIP + IAX VolP Phone
Manufacturer: -
Model Number: C4110

Citel C4110 SIP + IAX VoIP Phone

Citel C4110 SIP + IAX VoIP Phone is a 3 Line desktop VolP phone that delivers high voice quality
and is packed with features. It supports both IAX2 and SIP protocols.

The Citel C4110 can easily be configured via a web browser, and also supports convenience
auto-provisioning via TFTP server. The C4110 features 8 distinctive ring tones, volume and ringer
level control, and voicemail retrieval via keypad or programmable keys. With an integrated 2 port
10/100 MBPs switch, 802.3af Power Over Ethernet, RJ9 headset jack and VLAN/DHCP support.
This phone is POE compatible; however power supply units are also available.

» Two lines / call appearances with LEDs

« Conference calling (with or without server)

« Call transfer (blind or consultative)

* Call hold, call waiting, and call forwarding

* Caller ID and Call-waiting caller ID

* Do not disturb

* Number note pad

* Paging

* Auto answer

« Configurable dial plan

* 500 entry phone book

» Keypad dialing

« Speed dial from phone book and call log

* 100 number redial list

* Menu layout for easy navigation via softkey

» Missed / outgoing / incoming call logs, 100entries each voicemail retrieval via keypad or
programmable keys

« 8 distinctive ring tone

 Volume and Ringer level control

* 4 or 12 (with expansion module) programmable keys for speed dial or feature access.
* Spanish, French, Chinese and English language compatible.
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Citel C4110 SIP + IAX VoIP Phone Technical Specification
Protocols Supported

* SIP (RFC3261, RF3262)

* IAX2

» SDP (RFC2327)

* (SIP) Subscribe / Notify ( RFC3265)

* (SIP) Offer / Answer Model ( RFC3264)
* (SIP) Refer Method ( RFC3515)

* DTMF transport ( RFC2833)

* SIP INFO and in-band DTMF transport
* RTP / RTCP (RFC3550, 3551)

(SIP) DNS SRV ( RFC2781)

Audio / Codec:

«G.711 Alaw and G.711 U law 64K
«G.729

«(G.723.1

* DTMF tone Generation

* Acoustic echo cancellation
 Built-in audio mixer

Voice Protocols

* SIP (per IETF-SIP-RFC3261)
* |IAX2

* RTP

¢ G.711 u-law

* G.711 A-law

*G.729 A/B

« Silence Suppression

* Comfort Noise Generation

* G.168 Echo Cancellation

Price: £75.00

Options available for Citel C4110 SIP + IAX VolP Phone :

Power Supply Required?
Power Supply For C4110 (+£10.00), - Not Required -.



